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TELEPHONE CALLING PARTY
ANNOUNCEMENT SYSTEM AND METHOD

This application is a continuation, of application Ser. No.
08/675,440 filed Jun. 28, 1996, now abandoned.

FIELD OF THE INVENTION

The present invention relates to telecommunications and
telephone equipment.

DESCRIPTION OF THE RELATED ART

Telephone companies currently offer subscriber services
which provide information about a calling party. These
services are commonly referred to as “Caller ID”, and are
typically available to telephone subscribers for a small
monthly fee. Devices which receive, store, and display
Caller ID information are also widely available. Information
about a calling party is typically received, stored, and
displayed by a Caller ID device before a user would nor-
mally answer a ringing telephone.

Current telephone systems with caller ID capabilities
operate by displaying the caller ID information on a LED
screen when a call is received. In current telephone answer-
ing systems, the information about a calling party provided
by Caller ID is not audibly presented to the calling party.
Such audible information would be particularly helpful
when it is not convenient to walk to the vicinity of a ringing
telephone to read a Caller ID display, or when the user is
visually impaired. Therefore, an improved telephone
answering system and method is desired which audibly
informs the user of the identity of the calling party in
response to transmitted Caller ID information.

SUMMARY OF THE INVENTION

The present invention comprises a telephone calling party
announcement system which stores telephone numbers and
associated voice messages. A series of ring signals alerts a
telephone subscriber to an incoming telephone call. Encoded
calling party information (i.e., Caller ID information) trans-
mitted between a first ring signal and a second ring signal is
decoded, and the telephone number portion of the decoded
Caller ID information is compared to the stored telephone
numbers. If the telephone number portion of the Caller ID
information matches a stored telephone number, a stored
voice message associated with the telephone number is
played back between or instead of subsequent ring signals.
The stored voice message is typically the name of the calling
party. In this case the name of the calling party is announced
between subsequent ring signals, and before a user would
normally answer a ringing telephone. Such an audible
announcement would be particularly helpful when it is not
convenient to walk to the vicinity of a ringing telephone to
read a Caller ID display, or when the user is visually
impaired. It is noted that the stored voice message also may
also be played back in place of subsequent ring signals.

Proper operation of the telephone calling party announce-
ment system requires that one or more telephone numbers
and associated voice messages be provided by the user and
stored within the telephone calling party announcement
system. A telephone number is provided first, followed by
the recording of an associated voice message. In a first
embodiment, a control unit receives a telephone number.
The telephone number may be the telephone number portion
of stored Caller ID information from the last incoming
telephone call, or may be entered by the user on a keypad
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located on a control panel. A voice message unit then
receives and stores an associated voice message provided by
the user. When storing the voice message, the voice message
unit produces a message number associated with the stored
voice message, and provides the message number to the
control unit. The control unit stores both the telephone
number and the message number of the associated voice
message in a control memory unit.

When an incoming telephone call occurs, a caller ID
decoder decodes the Caller ID information and provides the
decoded Caller ID information to the control unit. The
control unit compares the telephone number portion of the
decoded Caller ID information to all telephone numbers
stored in the control memory unit. If the telephone number
portion of the Caller ID information matches a stored
telephone number, the control unit asserts a playback control
signal between subsequent ring signals. The playback con-
trol signal includes the message number associated with the
telephone number of the calling party. Assertion of the
playback control signal causes the voice message unit to
play back the stored voice message information associated
with the message number. During playback, the voice mes-
sage unit produces electrical signals associated with the
original voice message. These electrical signals are provided
to a speaker. The speaker thus broadcasts the voice message
between subsequent ring signals. The voice message can
thus be used to audibly announce the calling party.

In the preferred embodiment, a digital signal processor
(DSP) performs many of the functions of the caller ID
decoder and the voice message unit of the first embodiment.
An analog-to-digital converter and a digital-to-analog con-
verter provide the necessary conversions for the DSP. In an
alternate embodiment, separate discrete logic performs each
of the functions.

BRIEF DESCRIPTION OF THE DRAWINGS

A better understanding of the present invention can be
obtained when the following detailed description of the
preferred embodiment is considered in conjunction with the
following drawings, in which:

FIG. 1 is a block diagram of a first embodiment of a
telephone calling party announcement system;

FIG. 2 is a block diagram of one embodiment of a control
memory unit of the telephone calling party announcement
system,

FIG. 3 is a block diagram of one embodiment of a voice
message unit of the first embodiment of the telephone
calling party announcement system;

FIG. 4 is a block diagram of one embodiment of a digital
storage unit of the voice message unit of FIG. 3;

FIG. 5 is a block diagram of a second embodiment of the
telephone calling party announcement system;

FIG. 6 is a block diagram of one embodiment of a DSP
memory unit of the second embodiment of the telephone
calling party announcement system; and

FIG. 7 is a flow chart of a method of announcing a calling
party associated with an incoming telephone call in accor-
dance with the present invention.

DETAILED DESCRIPTION OF THE
PREFERRED EMBODIMENT

Incorporation by Reference

The following publications are hereby incorporated by
reference as though fully and completely set forth herein.

Bellcore Technical Reference TR-NWT-000030, “Voice-
band Data Transmission Interface Generic Requirements,”
available from Bellcore Customer Services, Piscataway, N.J.



US 6,373,925 B1

3

Bellcore Technical Reference TR-NWT-000031, “Calling
Number Delivery,” available from Bellcore Customer
Services, Piscataway, N.J.

Bellcore Technical Reference TR-NWT-001188, “Calling
Name Delivery Generic Requirements,” available from
Bellcore Customer Services, Piscataway, N.J.

Block Diagram Of A First Embodiment

FIG. 1 is a block diagram of a first embodiment of a
telephone calling party announcement system 10. An inter-
face unit 12 is coupled to a central office of an external
telephone system via a telephone line 14. Interface unit 12
is also coupled to a voice message unit 16, a caller ID
decoder 18, a speaker 20, a microphone 22, and a control
unit 24. Control unit 24 is coupled to a control memory unit
26, a control panel 28, and a display unit 30.

A series of ring signals transmitted by the central office
over a telephone line causes an ordinary telephone to
generate audible signals alerting a subscriber to an incoming
telephone call. Currently, information about a calling party
(ie., Caller ID information) is transmitted between a first
ring signal and a second ring signal. When telephone calling
party announcement system 10 is enabled and a ring signal
is detected on telephone line 14, telephone calling party
announcement system 10 decodes the Caller ID information.
A telephone number portion of the Caller ID information
includes the telephone number of the calling party. Caller ID
information is transmitted in digital format, one bit at a time,
at a rate of 1,200 bits per second. A well-known frequency
shift keying technique is used to transmit the data, with a
1,200 Hz tone representing a logical 1 (i.e., a mark) and a
2,200 Hz tone representing a logical 0 (i.e., a space). Caller
ID equipment complies with the above set of standards set
forth by the Bell Communications Research Group
(Bellcore).

Proper operation of the telephone calling party announce-
ment system 10 requires that one or more telephone numbers
and associated voice messages be provided by the user and
stored within telephone calling party announcement system
10. A telephone number is provided first, followed by the
recording of an associated voice message. The telephone
number may be the telephone number portion of stored
Caller ID information from the last incoming telephone call
and displayed by display unit 30, or may be entered by the
user on a keypad (not shown) located on control panel 28.
Control unit 24 includes a buffer which stores Caller ID
information from the last incoming telephone call. Entering
the telephone number on the keypad causes the contents of
the buffer to be cleared, and the entered telephone number to
be stored in the appropriate cells of the buffer. As a telephone
number is entered on the keypad and stored in the buffer,
control unit 24 causes display unit 30 to display the entered
telephone number.

Once a telephone number has been stored in the buffer, an
associated voice message may be recorded. Activating one
or more electrical switches on control panel 28 causes
control unit 24 to assert a control signal which causes
interface unit 12 to couple an output port of microphone 22
to an input port of voice message unit 16. Voice message unit
16 thus receives and stores a voice message provided by the
user. Voice message unit 16 also produces a message number
associated with the stored voice message, and provides the
message number to control unit 24. Control unit 24 stores
the telephone number in the buffer and the message number
in control memory unit 26.

FIG. 2 is a block diagram of one embodiment of control
memory unit 26. Control memory unit 26 preferably com-
prises one or more non-volatile semiconductor memory
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devices. Suitable non-volatile semiconductor memory
devices include well known electrically erasable program-
mable read only memory (EEPROM) devices, flash memory
devices, and non-volatile random access memory (NV-
RAM) devices. Flash memory devices are sometimes called
flash EEPROM devices, and differ from EEPROM devices
in that electrical erasure involves large sections of, or the
entire contents of, a flash memory device. NV-RAM devices
are sometimes referred to as battery-backed RAM devices,
and comprise volatile RAM cells and a battery which
provides backup power to the RAM cells in the event of a
failure in a main power supply. Alternately, control memory
unit 26 may comprise volatile semiconductor memory
devices, with the disadvantage that stored data will be lost
if electrical power to control memory unit 26 is interrupted.
Suitable volatile semiconductor memory devices include
well known RAM devices, including static and dynamic
RAM devices. In the embodiment of FIG. 2, control memory
unit 26 includes a table 27. Table 27 includes one or more
entries, and each entry includes a telephone number and an
associated message number. Control unit 24 stores the
telephone number and the associated message number as an
entry in table 27.

When an incoming telephone call occurs, caller ID
decoder 18 decodes the Caller ID information and provides
the decoded Caller ID information to control unit 24. The
Caller ID information is stored in the buffer. Control unit 24
searches all entries of table 27 in control memory unit 26 for
a telephone number which matches the telephone number
portion of the decoded Caller ID information. If a stored
telephone number in table 27 matches the telephone number
portion of the Caller ID information, control unit 24 asserts
a playback control signal between subsequent ring signals.
The playback control signal causes voice message unit 16 to
play back the stored voice message associated with the
telephone number. The playback control signal includes the
message number from table 27 associated with the stored
telephone number. Voice message unit 16 thus plays back
the voice message associated with the telephone number of
the calling party between subsequent ring signals. It is noted
that the stored voice message may also be played back in
place of subsequent ring signals.

Voice Message Unit

Voice message unit 16 records and plays back voice
messages. FIG. 3 is a block diagram of one embodiment of
voice messaging unit 16 including an analog-to-digital con-
verter 32, a digital speech compressor 34, a digital storage
unit 36, a digital speech decompressor 38, and a digital-to-
analog converter 40. When a voice message is to be
recorded, interface unit 12 connects an output port of
microphone 22 to an input port of analog-to-digital con-
verter 32. Analog-to-digital converter 32 converts the analog
voice message to a digital representation comprising a
stream of digital information. Digital speech compressor 34
is configured to receive the stream of digital information
produced by analog-to-digital converter 32 and to produce a
compressed version of the digital information. The com-
pressed version uses fewer digital bits to represent the voice
message, and hence may be stored using a smaller number
of storage locations. One of many known speech compres-
sion algorithms may be embodied within digital speech
compressor 34. The compressed version of the digital infor-
mation representing the voice message is then stored in
digital storage unit 36. Voice message unit 16 generates a
message number associated with the stored representation of
the voice message. A portion of digital storage unit 36 may
be used to store a table which includes information as to
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where compressed digitized voice messages are stored
within digital storage unit 36.

FIG. 4 is a block diagram of one embodiment of digital
storage unit 36. Digital storage unit 36 preferably comprises
one or more non-volatile semiconductor memory devices.
Suitable non-volatile semiconductor memory devices
include well known EEPROM devices, flash memory
devices, and NV-RAM devices described above. Alternately,
digital storage unit 36 may comprise volatile semiconductor
memory devices, with the disadvantage that stored data will
be lost if electrical power to digital storage unit 36 is
interrupted. Suitable volatile semiconductor memory
devices include well known RAM devices, including static
and dynamic RAM devices. In the embodiment of FIG. 4, a
portion of digital storage unit 36 is used to store a table 37.
Table 37 includes one or more entries, and each entry
includes a message number associated with a particular
voice message stored in digital storage unit 36, an address of
the first datum associated with the voice message (i.e., a
starting address), and the length of the message (i.c., the
number of storage locations used to store the message).

During playback of a voice message, the storage locations
within digital storage unit 36 used to store the compressed
digital representation are accessed. A message number pro-
vided by control unit 24 is used to search table 37 to
determine the starting address and the length of the corre-
sponding voice message information. Digital speech decom-
pressor 38 receives a stream of compressed digital informa-
tion from digital storage unit 36 and produces a stream of
digital information representing the original voice message.
Digital-to-analog converter 40 receives the stream of digital
information and produces an analog representation of the
recorded voice message. This analog representation is sub-
stantially a copy of the original voice message. Interface unit
12 couples an output port of digital-to-analog converter 40
to an input port of speaker 20. As a result, the voice message
is reproduced and emitted by speaker 20.

It is noted that the embodiment of FIG. 4 is directed to
prevalent analog telephone service connections. In one
embodiment, an ISDN interface chip is included to connect
to an ISDN line. Other types of digital embodiments are also
contemplated.

Capturing Calling Party Information

Interface unit 12 sends a signal to control unit 24 each
time a ring signal is detected on telephone line 14. After a
first ring signal is detected, control unit 24 issues a control
signal to interface unit 12 which causes interface unit 12 to
couple signals on telephone line 14 to an input port of caller
ID decoder 18. Control unit 24 also issues a control signal
to caller ID decoder 18 which causes caller ID decoder 18
to produce decoded Caller ID information. The decoded
Caller ID information is provided to control unit 24. Control
unit 24 includes a buffer which stores the decoded Caller ID
information. Decoded Caller ID information stored in the
buffer may be limited to the date and time of the telephone
call (10 digits coded in ASCII format), the name of the
calling party (up to 15 characters coded in ASCII format),
and the telephone number of the calling party (up to 10 digits
coded in ASCII format). Control unit 24 provides the
decoded Caller ID information stored in the buffer to display
unit 30, then asserts a control signal which causes display
unit 30 to display the decoded Caller ID information.
Block Diagram Of A Second Embodiment

FIG. 5 is a block diagram of a second embodiment of a
telephone calling party announcement system 42. Elements
shared with the first embodiment are number as in FIG. 1,
and the above descriptions apply. Interface unit 44 is
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coupled to a central office of an external telephone system
via telephone line 14. Interface unit 44 is also coupled to an
analog-to-digital converter 46, a digital-to-analog converter
48, a speaker 20, a microphone 22, and a control unit 54.
Analog-to-digital converter 46 and digital-to-analog con-
verter 48 are coupled to a digital signal processor (DSP) 56,
and DSP 56 is coupled to a DSP memory unit 58. Control
unit 54 is coupled to a control memory unit 26, a control
panel 28, and to a display unit 30. In the embodiment of FIG.
5, DSP 56 performs the many of the functions of the caller
ID decoder and the voice message unit of the first embodi-
ment. Analog-to-digital converter 46 and digital-to-analog
converter 48 provide the necessary conversions for DSP 56.
Digital Signal Processor

DSP 56 compresses digitized voice messages, decodes
encoded Caller ID information, and decompresses stored
compressed digitized voice messages. A suitable DSP is a
model ADSP-2171 from Analog Devices, Norwood, Mass.
When a voice message is to be recorded, interface unit 12
couples an output port of microphone 22 to an input port of
analog-to-digital converter 46. Analog-to-digital converter
46 produces a stream of digitized voice message
information, and provides the stream of digitized voice
message information to DSP 56. DSP 56 produces a com-
pressed version of the digitized voice message information.
DSP 56 may implement one of many known speech com-
pression algorithms. The compressed digitized voice mes-
sage is then stored in DSP memory unit 58. DSP 56
generates a message number associated with the stored
representation of the voice message.

FIG. 6 is a block diagram of one embodiment of DSP
memory unit 58. DSP memory unit 58 preferably comprises
one or more non-volatile semiconductor memory devices.
Suitable non-volatile semiconductor memory devices
include well known EEPROM devices, flash memory
devices, and NV-RAM devices described above. Alternately,
DSP memory unit 58 may comprise volatile semiconductor
memory devices, with the disadvantage that stored data will
be lost if electrical power to DSP memory unit 58 is
interrupted. Suitable volatile semiconductor memory
devices include well known RAM devices, including static
and dynamic RAM devices. In the embodiment of FIG. 6, a
portion of DSP memory unit 58 is used to store a table 59
which includes information as to where compressed digi-
tized voice messages are stored within DSP memory unit 58.
Table 59 contains one or more entries, and each entry
includes a message number associated with a voice message
stored in DSP memory unit 58, an address of the first datum
associated with the voice message (i.e., a starting address),
and the length of the message (i.c., the number of storage
locations used to store the message).

When an incoming telephone call occurs, interface unit 12
couples an encoded Caller ID signal from telephone line 14
to an input port of analog-to-digital converter 46. Analog-
to-digital converter 46 produces a stream of digitized
encoded Caller ID information, and provides the stream of
digitized encoded Caller ID information to DSP 56. DSP 56
decodes the Caller ID information and provides the decoded
Caller ID information to control unit 54. Control unit 54
includes a buffer as described above which stores the
decoded Caller ID information. Control unit 54 provides the
decoded Caller ID information stored in the buffer to display
unit 30, then asserts a control signal which causes display
unit 30 to display the decoded Caller ID information.

Table 27 resides in a portion of control memory unit 26,
and contains telephone numbers and associated message
numbers as described above. Control unit 54 searches table



US 6,373,925 B1

7

27 for a telephone number which matches the telephone
number portion of the decoded Caller ID information. If a
match is found, control unit 54 asserts a playback control
signal between subsequent ring signals. The playback con-
trol signal causes DSP 56 to play back the associated voice
message. The playback control signal includes the message
number associated with the telephone number of the calling
party. During playback of a recorded voice message, storage
locations within DSP memory unit 58 used to store the
compressed digital representation of the voice message are
accessed. DSP 56 uses the message number provided by
control unit 54 to search table 59 in DSP memory unit 58 to
determine the starting address and the length of the corre-
sponding voice message information. DSP 56 retrieves the
compressed digitized voice message stored in DSP memory
unit 58 and produces a stream of digital information repre-
senting the original voice message. Digital-to-analog con-
verter 48 receives the stream of digital information and
produces an analog representation of the recorded voice
message. This analog representation is substantially a copy
of the original voice message. Interface unit 12 couples an
output port of digital-to-analog converter 48 to an input port
of speaker 20. As a result, the voice message is reproduced
and emitted by speaker 20.

It is noted that the embodiment of FIG. 5 is directed to
prevalent analog telephone service connections. In one
embodiment, an ISDN interface chip is included to connect
to an ISDN line. Other types of digital embodiments are also
contemplated.

Method Flow Chart

FIG. 7 is a flow chart of a method of announcing a calling
party associated with an incoming telephone call in accor-
dance with the present invention. During a first step 60, a
telephone number provided by a user is received and stored.
An associated voice message, also provided by the user, is
received and stored during a step 62. The telephone number
and the voice message may be associated as described
above. It is noted that steps 60 and 62 may be repeated
several times to store several telephone numbers and asso-
ciated voice messages. An incoming telephone call includ-
ing Caller ID information causes a step 64 to be accom-
plished. During step 64, the telephone number portion of the
Caller ID information is decoded. The stored telephone
numbers are searched during a step 66 to determine if a store
telephone number matches the decoded telephone number
portion of the Caller ID information. If a match is found, the
associated voice message is played back between subse-
quent ring signals during a step 68. It is noted that the stored
voice message may also be played back in place of subse-
quent ring signals.

Conclusion

Therefore, the present invention comprises a telephone
calling party announcement system which stores telephone
numbers and associated voice messages provided by a user.
When an incoming telephone call occurs, and a telephone
number of a calling party matches a stored telephone
number, the associated stored voice message is played back.
Calling party information is provided by Caller ID informa-
tion transmitted between a first ring signal and a second ring
signal. If a stored telephone number matches the telephone
number portion of the Caller ID information, a stored voice
message associated with the telephone number is played
back between subsequent ring signals. The stored voice
message is typically the name of the calling party, and in this
case the name of the calling party is announced between
subsequent ring signals and before a user would normally
answer a ringing telephone. It is noted that the stored voice
message may also be played back in place of subsequent ring
signals.
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A first embodiment includes a voice message unit which
receives, stores, and plays back voice messages provided by
the user. A caller ID decoder decodes the Caller ID infor-
mation and provides the decoded Caller ID information to
the control unit. The control unit compares the telephone
number portion of the decoded Caller ID information to all
telephone numbers stored in a control memory unit. If the
telephone number portion of the Caller ID information
matches a stored telephone number, the control unit asserts
a playback control signal which causes the voice message
unit to play back an associated stored voice message.
Electrical signals associated with the original voice message
are provided to a speaker between subsequent ring signals.

In a second embodiment, a digital signal processor (DSP)
performs the many of the functions of the voice message unit
and the caller ID decoder of the first embodiment. An
analog-to-digital converter and a digital-to-analog converter
provide the necessary conversions for the DSP. The DSP
compresses digitized voice messages, stores them in a DSP
memory unit, and decompresses compressed digitized voice
messages stored in the DSP memory unit when the playback
control signal is asserted. The DSP also decodes Caller ID
information and provides the decoded Caller ID information
to the control unit. During playback of a stored voice
message, the DSP provides a reproduced digitized voice
message to the digital-to-analog converter, and the digital-
to-analog converter reproduces analog electrical signals
associated with the original voice message. The analog
electrical signals produced by the digital-to-analog con-
verter are provided to a speaker, which reproduces the voice
message. The reproduced voice message is substantially a
copy of the original voice message, and is broadcast by the
speaker between subsequent ring signals.

Although the system and method of the present invention
has been described in connection with the preferred
embodiment, it is not intended to be limited to the specific
form set forth herein, but on the contrary, it is intended to
cover such alternatives, modifications, and equivalents, as
can be reasonably included within the spirit and scope of the
invention as defined by the appended claims.

What is claimed is:

1. A telephone calling party announcement system, com-
prising:

a voice message unit coupled to receive a voice message
and a playback control signal, wherein the voice mes-
sage unit is configured to store the voice message, and
wherein the voice message unit is configured to provide
the stored voice message when the playback control
signal is asserted;

a caller ID decoder coupled to receive encoded calling
party information after a ring signal has been received
by the telephone calling party announcement system,
wherein the telephone calling party announcement sys-
tem is configured to audibly generate an initial ring in
response to the ring signal received prior to the encoded
calling party information, and wherein the caller ID
decoder is configured to produce decoded calling party
information, wherein the decoded calling party infor-
mation comprises a telephone number portion; and

a control unit coupled to receive the decoded calling party
information, wherein the control unit is configured to
provide the playback control signal, and wherein the
control unit asserts the playback control signal if the
telephone number portion of the decoded calling party
information matches a previously stored telephone
number associated with the voice message;

wherein in response to assertion of the playback control
signal, the voice message is audibly played after the
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initial ring and in place of audible rings from any
subsequent ring signals.

2. The telephone calling party announcement system as
recited in claim 1, wherein the encoded calling party infor-
mation comprises Caller ID information transmitted over a
telephone line.

3. The telephone calling party announcement system as
recited in claim 1, wherein the telephone number portion of
the decoded calling party information comprises a telephone
number of a calling party.

4. The telephone calling party announcement system as
recited in claim 1, further comprising a display unit coupled
to receive said decoded calling party information and con-
figured to display said decoded calling party information.

5. The telephone calling party announcement system as
recited in claim 1, wherein the voice message is provided by
a user and comprises the name of a calling party, and
wherein the previously stored telephone number is provided
by the user.

6. The telephone calling party announcement system as
recited in claim 5, further comprising a control memory unit,
wherein the control memory unit is coupled to receive and
configured to store a voice message telephone number,
wherein the previously stored telephone number is the voice
message telephone number.

7. The telephone calling party announcement system as
recited in claim 6, wherein the voice message unit is
configured to produce a message number associated with the
voice message, and the control memory unit is coupled to
receive the message number and configured to store the
message number in association with the voice message
telephone number.

8. The telephone calling party announcement system as
recited in claim 7, wherein an incoming telephone call
causes the control unit to search the control memory unit to
determine if the voice message telephone number matches
the telephone number portion of the calling party informa-
tion.

9. The telephone calling party announcement system as
recited in claim 8, wherein the playback control signal
comprises the message number associated with the voice
message.

10. The telephone calling party announcement system as
recited in claim 1, wherein the voice message unit com-
prises:

an analog-to-digital converter coupled to receive the voice
message and configured to convert the voice message
into digital information associated with the voice mes-
sage;

a digital storage unit coupled to receive and configured to
store the digital information associated with the voice
message; and

a digital-to-analog converter coupled to receive the digital
information associated with the voice message and
configured to generate an analog voice message from
the digital information.

11. A telephone calling party announcement system, com-

prising:

an interface unit coupled to receive a voice message and
encoded calling party information, wherein the inter-
face unit is configured to produce a corresponding
analog signal, and wherein the encoded calling party
information is received after a ring signal has been
received by the telephone calling party announcement
system, wherein the telephone calling party announce-
ment system is configured to audibly generate an initial
ring in response to the ring signal received prior to the
encoded calling party information;
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an analog-to-digital converter coupled to receive the
analog signal and configured to produced a correspond-
ing digital signal;

a digital signal processor (DSP) coupled to receive the
digital signal and a playback control signal, wherein the
DSP is configured to produce:

a compressed digitized voice message when the digital
signal corresponds to the voice message;

decoded calling party information when the digital
signal corresponds to encoded calling party
information, wherein said decoded calling party
information comprises a telephone number portion;
and

a reproduced digitized voice message when the play-
back control signal is asserted, wherein the repro-
duced digitized voice message is a digitized version
of the voice message;

a DSP memory unit coupled to receive and configured
to store the compressed digitized voice message;

a digital-to-analog converter coupled to receive the
reproduced digitized voice message and configured
to produce a reproduced voice message, wherein the
reproduced voice message is substantially the voice
message; and

a control unit coupled to receive the decoded calling
party information, wherein the control unit is con-
figured to provide the playback control signal, and
wherein the control unit asserts the playback control
signal if the telephone number portion of the
decoded calling party information matches a previ-
ously stored telephone number associated with the
voice message;

wherein in response to assertion of the playback control
signal, the reproduced voice message is audibly
played after the initial ring and in place of audible
rings from any subsequent ring signals.

12. The telephone calling party announcement system as
recited in claim 11, wherein the encoded calling party
information comprises Caller ID information transmitted
over a telephone line.

13. The telephone calling party announcement system as
recited in claim 11, wherein the telephone number portion of
the decoded calling party information comprises a telephone
number of a calling party.

14. The telephone calling party announcement system as
recited in claim 11, further comprising a display unit coupled
to receive the decoded calling party information and con-
figured to display the decoded calling party information.

15. The telephone calling party announcement system as
recited in claim 11, further comprising a control memory
unit, wherein the control memory unit is coupled to receive
and configured to store a voice message telephone number,
wherein the previously stored telephone number is the voice
message telephone number.

16. The telephone calling party announcement system as
recited in claim 15, wherein the DSP is configured to
produce a message number associated with the voice
message, and wherein the control memory unit is coupled to
receive the message number and configured to store the
message number in association with the voice message
telephone number.

17. The telephone calling party announcement system as
recited in claim 16, wherein an incoming telephone call
causes the control unit to search the control memory unit to
determine if the telephone number portion of the calling
party information matches the voice message telephone
number.
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18. The telephone calling party announcement system as
recited in claim 17, wherein the playback control signal
comprises the message number associated with the voice
message.

19. The telephone calling party announcement system as
recited in claim 15, wherein the voice message and the voice
message telephone number are provided by a user.

20. A method of announcing a calling party of an incom-
ing telephone call, comprising:

receiving and storing a telephone number and an associ-

ated voice message provided by a user;

receiving an incoming telephone call comprising encoded

calling party information and an initial ring signal,

10
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wherein the encoded calling party information com-
prises a telephone number portion;

audibly ringing in response to the ring signal, wherein the
ring signal is received prior to the encoded calling party
information;

decoding the telephone number portion of the encoded
calling party information; and

if the decoded telephone number portion matches the
stored telephone number, playing back the stored voice
message after said audibly ringing instead of audibly
ringing in response to any subsequent ring signals.

#* #* #* #* #*
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